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SYSTEMS AND METHODS FOR
MULTI-RATE DIGITAL
SELF-INTERFERENCE CANCELLATION

CROSS-REFERENCE TO RELATED
APPLICATIONS

This application is a continuation of U.S. patent applica-
tion Ser. No. 14/722,087, filed on 26 May 2015, which
claims the benefit of U.S. Provisional Application Ser. No.
62/002,578, filed on 23 May 2014, both of which are
incorporated in their entireties by this reference.

TECHNICAL FIELD

This invention relates generally to the wireless commu-
nications field, and more specifically to new and useful
systems and methods for multi-rate digital self-interference
cancellation.

BACKGROUND

Traditional wireless communication systems are half-
duplex; that is, they are not capable of transmitting and
receiving signals simultaneously on a single wireless com-
munications channel. Recent work in the wireless commu-
nications field has led to advancements in developing full-
duplex wireless communications systems; these systems, if
implemented successfully, could provide enormous benefit
to the wireless communications field. For example, the use
of full-duplex communications by cellular networks could
cut spectrum needs in half. One major roadblock to suc-
cessful implementation of full-duplex communications is
the problem of self-interference. While progress has been
made in this area, solutions intended to address self-inter-
ference often fall short in cancellation performance in the
digital domain. Thus, there is a need in the wireless com-
munications field to create new and useful systems and
methods for multi-rate digital self-interference cancellation.
This invention provides such new and useful systems and
methods.

BRIEF DESCRIPTION OF THE FIGURES

FIG. 1 is a diagram representation of full-duplex radio
including digital and analog self-interference cancellation;

FIG. 2 is a diagram representation of a system of a
preferred embodiment;

FIG. 3 is a diagram representation of a system of a
preferred embodiment;

FIGS. 4A, 4B, 4C, and 4D are diagram representations of
system inputs and outputs of a preferred embodiment;

FIG. 5 is a diagram representation of a component gen-
eration system of a system of a preferred embodiment;

FIG. 6 is a diagram representation of a component gen-
eration system of a system of a preferred embodiment;

FIG. 7 is a diagram representation of a subsystem of a
preferred embodiment;

FIG. 8 is a diagram representation of a system of a
preferred embodiment; and

FIG. 9 is a flowchart representation of a method of a
preferred embodiment.

DESCRIPTION OF THE PREFERRED
EMBODIMENTS

The following description of the preferred embodiments
of the invention is not intended to limit the invention to these
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2

preferred embodiments, but rather to enable any person
skilled in the art to make and use this invention.
1. Full-Duplex Wireless Communication Systems

Wireless communications systems have revolutionized
the way the world communicates, and the rapid growth of
communication using such systems has provided increased
economic and educational opportunity across all regions and
industries. Unfortunately, the wireless spectrum required for
communication is a finite resource, and the rapid growth in
wireless communications has also made the availability of
this resource a scarcer one. As a result, spectral efficiency
has become increasingly important to wireless communica-
tions systems.

One promising solution for increasing spectral efficiency
is found in full-duplex wireless communications systems;
that is, wireless communications systems that are able to
transmit and receiving wireless signals at the same time on
the same wireless channel. This technology allows for a
doubling of spectral efficiency compared to standard half-
duplex wireless communications systems.

While full-duplex wireless communications systems have
substantial value to the wireless communications field, such
systems have been known to face challenges due to self-
interference; because reception and transmission occur at the
same time on the same channel, the received signal at a
full-duplex transceiver may include undesired signal com-
ponents from the signal being transmitted from that trans-
ceiver. As a result, full-duplex wireless communications
systems often include analog and/or digital self-interference
cancellation circuits to reduce self-interference.

Full-duplex transceivers preferably sample transmission
output as baseband digital signals or as RF analog signals,
but full-duplex transceivers may additionally or alterna-
tively sample transmission output in any suitable manner.
This sampled transmission output may be used by full-
duplex transceivers to remove interference from received
wireless communications data (e.g., as RF analog signals or
baseband digital signals). In many full-duplex transceivers,
the digital cancellation system functions by imposing a
scaled version of the transmitted digital baseband signal on
the received baseband signal and the analog cancellation
system functions by imposing a scaled version of the trans-
mitted RF analog signal on the received RF analog signal.
This architecture is generally effective for reducing inter-
ference when transceiver components are operating in a
linear regime, but fails to account for signal non-linearities
arising from the conversion of data to transmitted RF signal
and vice-versa. These non-linearities may become more
pronounced as transmitter/receiver power are increased; as a
result, a full-duplex transceiver without effective non-linear
interference cancellation may be limited in power range by
performance issues.

The systems and methods described herein increase the
performance of full-duplex transceivers as shown in FIG. 1
(and other applicable systems) by providing for multi-rate
digital self-interference cancellation. Other applicable sys-
tems include active sensing systems (e.g., RADAR), wired
communications systems, wireless communications sys-
tems, and/or any other suitable system, including commu-
nications systems where transmit and receive bands are
close in frequency, but not overlapping.

2. System for Multi-Rate Digital Self-Interference Cancel-
lation

As shown in FIG. 2 and FIG. 3, a system 100 for
multi-rate digital self-interference cancellation includes a
signal component generation system 110, a multi-rate adap-
tive filter 120, and a transform adaptor 130. The system 100
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may additionally or alternatively include a blocker filter 140,
a filter inverter 145, and/or a gain/phase compensator 150.

The system 100 functions to reduce self-interference in
full-duplex wireless communications systems by enacting
multi-rate digital self-interference cancellation upon signals
(digital or analog) received by the communications systems.
Multi-rate  digital self-interference cancellation may
improve the performance of full-duplex wireless communi-
cations systems in numerous operating modes; particularly
in operating modes where components of the full-duplex
wireless communications systems are operating in substan-
tially non-linear regimes (e.g. operating modes designed to
maximize transmission power, power efficiency, etc.). The
system 100 reduces self-interference by passing a digital
transmit signal through the signal component generation
system 110, which generates a set of transmit signal com-
ponents that are weighted and combined by the multi-rate
adaptive filter 120 (according to a transform configuration
set by the transform adaptor 130) to form a digital self-
interference cancellation signal. The digital self-interference
cancellation signal is then combined with a receive signal
originating from an RF receiver to cancel self-interference
present in the receive signal.

The system 100 may be implemented using a general
purpose processor, a digital signal processor, an application
specific integrated circuit (ASIC), a field programmable gate
array (FPGA) and/or any suitable processor(s) or circuit(s).
The system 100 preferably includes memory to store con-
figuration data, but may additionally or alternatively be
configured using externally stored configuration data or in
any suitable manner.

The system 100 is preferably implemented as part of a
full-duplex radio. Additionally or alternatively, the system
100 may be implemented as active sensing systems (e.g.,
RADAR), wired communications systems, wireless com-
munications systems, and/or any other suitable system,
including communications systems where transmit and
receive bands are close in frequency, but not overlapping.

The system 100 preferably samples digital transmit sig-
nals as input for the signal component generation system
110, as shown in FIG. 4A and FIG. 4C. Digital transmit
signals sampled by the system 100 preferably include digital
signals originating from an electronic device, destined for an
analog transmitter of a full-duplex radio (or other full-
duplex wireless communications system). Digital transmit
signals sampled by the system 100 may additionally or
alternatively include digital transmit signals converted from
analog transmit signals (e.g., via an analog-to-digital con-
verter), as shown in FIG. 4B and FIG. 4D.

Digital transmit signals sampled by the system 100 are
preferably encoded for conversion to an analog signal by an
RF transmitter, (e.g., encoded via PSK, QAM, OFDM, etc.)
but may additionally or alternatively be encoded in any
suitable way.

The system 100 preferably combines the digital self-
interference cancellation signal produced by the system 100
with a digital receive signal of a communications system, as
shown in FIGS. 4A and 4B. Digital receive signals prefer-
ably include digital signals received from an analog receiver
of a full-duplex radio (or other full-duplex wireless com-
munications system), destined for a computer or other
communications system. Additionally or alternatively, the
system 100 may combine the digital self-interference can-
cellation signal with an analog signal (e.g., before the
receiver, via a digital-to-analog converter), as shown in
FIGS. 4C and 4D.
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The signal component generation system 110 functions to
generate a set of signal components from the sampled
transmit signal (or signals) that may be used by the multi-
rate adaptive filter 120 to generate a self-interference can-
cellation signal.

The signal component generation system 110 preferably
samples digital transmit signals corresponding to a native
sampling rate. Additionally or alternatively, the signal com-
ponent generation system 110 may sample a subset of digital
transmit signal data; for instance, if a digital transmit signal
has a native sample rate of 40 MHz, the signal component
generation system 110 might discard every other sample,
corresponding to a sample rate of 20 MHz (while the RF
transmitter may still receive all samples, corresponding to a
sample rate of 40 MHz). The signal component generation
system 110 may additionally or alternatively interpolate
digital transmit signals to increase or decrease sampling rate.
In one instance, the signal component generation system 110
modifies the sampling rate of a digital transmit signal to
match a sampling rate of an RF receiver of a full-duplex
radio.

In sampling the digital transmit data, the signal compo-
nent generation system 110 may perform pre-processing to
prepare sampled digital transmit signals for component
generation. The signal component generation system 110
may include various operators for pre-processing such as
scaling, shifting, and/or otherwise modifying the digital
transmit signals.

In one implementation, the signal component generation
system no modifies sampled digital transmit signals by
removing information unlikely to substantially affect the
output of the multi-rate adaptive filter 120. This may
include, for instance, dropping samples if the samples do not
represent a change above some change threshold from
previous samples. As another example, if digital transmit
signals correspond to a particular amplitude of an output
analog signal, only digital signal data corresponding to an
amplitude above some amplitude threshold may be passed to
the multi-rate adaptive filter 120.

If the signal component generation system 110 receives
digital transmit signals from more than one source (e.g. from
both the digital transmit line before the RF transmitter and
the analog transmit line after the RF transmitter via an
ADC), the signal component generation system 110 may
additionally or alternatively combine the signals in any
suitable way or may select one signal over another. For
instance, the signal component generation system 110 may
pass the average of the two signals to the adaptive multi-rate
filter 120. As another example, the signal component gen-
eration system 110 may prefer the analog signal sampler
originating digital transmit signal over the transmit-path
digital transmit signal above a certain transmitter power, and
vice versa at or below that transmitter power. The selection
and combination of the two signals may be dependent on any
suitable condition.

The signal component generation system 110 preferably
generates a set of signal components that may be weighted
and combined by the multi-rate adaptive filter 120 in order
to generate a self-interference cancellation signal. The self-
interference cancellation signal is based upon a hypoth-
esized contribution of self-interference to a received signal.
Self-interference contributions may result from a variety of
sources, including components in both RF receivers and RF
transmitters of full-duplex radios (e.g., mixers, power ampli-
fiers, ADCs, DACs, etc.). Further, self-interference contri-
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butions may vary randomly, or with environmental or input
conditions (e.g. transmission power, ambient temperature,
etc.).

The signal component generation system 110 preferably
generates transmit signal components according to math-
ematical models adapted to model self-interference contri-
butions of the RF transmitter, RF receiver, and/or other
sources. The signal component generation system 110 pref-
erably generates a set of signal components intended to be
used with a specific mathematical model (e.g., generalized
memory polynomial (GMP) models, Volterra models, and
Wiener-Hammerstein models); additionally or alternatively,
the signal component generation system may generate a set
of signal components usable with multiple mathematical
models.

Signal component sets may additionally or alternatively
be chosen based on comparisons of sampled digital transmit
signals to received signals (from the receive path or any
other suitable source). Signal component sets may be gen-
erated from previously known models or may be created
using neural network and/or machine learning techniques.

For example, a general form of a GMP model is as
follows:

D custnllxinll ! +

k

> cualnlnln—m = OF + Y cpxdnllxln —m+ 41!

k k

where the input signal is represented by x[n] and c,,
represents coeflicients of the GMP. The first sum of the GMP
captures self-interference effects occurring based on current
values of the input signal, while the second two terms
capture self-interference effects determined by past values of
the input signal (known as memory effects).

A signal component generation system 110 configured to
generate a signal component set according to this GMP
model might generate signal components by output order;
for example, a first signal component might simply be x[n],
while a second signal component may be x[n]Ix[n]l, a third
signal component may be x[n]lx[n]I? and so on. Such a
signal component set might have N components (the Nth
component represented as x[n]Ix[n]l"*, where N is an
integer).

For mathematical models that do use higher order terms,
the bandwidth of terms of order k are generally k times
larger than the bandwidth of the input signal; for example,
if an input signal x[n] has a bandwidth of 40 MHz, the third
order terms (e.g., X[n]Ix[n-m]I*) will occupy a bandwidth of
120 MHz. To avoid issues arising from aliasing, the input
signal is preferably sampled at a sampling rate of 120 MHz
(three times more than an initial Nyquist sampling rate of 40
MHz). As the number of terms increase, so does the ability
to model non-linear self-interference effects, but so also does
the minimum sampling rate to avoid aliasing. This presents
another issue; the RF transmitter may also have to match this
increased sampling rate in order to subtract non-linear
digital interference signals from received signals. For
example, if a GMP model uses 7% order terms, for the same
40 MHz transmit signal the RF receiver may have to sample
the received signal at a rate of 280 MHz to avoid aliasing
issues (and likewise, the transmit signal may have to be
sampled at the same rate).

In one embodiment of the invention, the signal compo-
nent generation system 110 addresses these issues by sepa-
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rating components at least partially according to component
order (e.g., one component containing xX[n] terms, another
component containing x[n]lx[n-m]I? terms). The preferred
result of this separation is that the sampling rate necessary
for each model component to avoid aliasing is known as a
function of component order. In this embodiment, the signal
component generation system 110 includes a number of
transform paths 111, each of which may include an upsam-
pler 112, a component generator 113, a downsampler 114, a
signal multiplier 115, and/or an anti-aliasing filter (AAF)
116, as shown in FIG. 5.

When a digital transmit signal is passed to a transform
path 111, the transform path 111 may first upsample the
digital transmit signal by passing it to the upsampler 112.

The upsampler 112 functions to increase the number of
samples contained within the digital transmit signal in order
to reduce aliasing effects. Note that for first order signal
components, upsampling may not be necessary. The upsam-
pler 112 preferably increases the number of samples con-
tained within a digital transmit signal component according
to linear interpolation, but may additionally or alternatively
use any suitable method. In one example, the upsampler 112
upsamples a digital transmit signal component by creating a
sequence comprising the original samples separated by [.—1
zeroes (where L is the upsampling factor) and then passing
the new signal through a finite impulse response (FIR)
lowpass filter. In another example, the upsampler 112 creates
a sequence comprising the original samples separated from
each other by L-1 new samples, where each new sample is
modeled on how a DAC converts digital samples to an
analog signal (e.g. if the output of the DAC is not exactly
linear between outputs). For a transform path 111 (and
component generator 113) of order k, the upsampler 112
preferably upsamples the digital transmit signal with an
upsampling factor of k, but may additionally or alternatively
upsample the digital transmit signal by any suitable factor.

The component generator 113 functions to create the
transmit signal component desired for a particular transform
path 111. For example, a signal component generated for
order 3 of a GMP model might be generated as

x[n]\xfun] P4xfu]lxn-mj?

The component generator 113 preferably generates signal
components of a single order only, but may additionally or
alternatively generate components of multiple orders (e.g.,
x[n]1x[n]1*+x[n]1x[n]1*). The component generator 113 pref-
erably generates signal components according to a general-
ized memory polynomial (GMP) model, Volterra model,
Wiener-Hammerstein model, or neural network model, but
may additionally or alternatively use a part or whole of any
suitable model or combination of models.

In some cases, the component generator 113 may simply
pass a copy of a sampled transmit signal unmodified; this
may be considered functionally equivalent to a component
generator 113 not being explicitly included for that particu-
lar transform path 111 (as shown in FIG. 6). This may be
referred to as a first order component generator.

The downsampler 114 functions to reduce the number of
samples contained within a signal component generated by
a component generator 113. The downsampler 114 prefer-
ably downsamples signal components by simply removing
signals at a particular interval (e.g., throwing away every
other sample to halve the number of samples) but may
additionally or alternatively downsample signal components
by any suitable method. The downsampler 114 preferably
downsamples signal components to match the sampling rate
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of the received digital baseband signal, but may additionally
or alternatively downsample signal components to any suit-
able sampling rate.

Note that sampling rates of transform path 111 inputs and
outputs need not necessarily be equal to each other; likewise,
sampling rates across transform paths iii need not necessar-
ily be equal. The system 100 preferably includes performing
self-interference cancellation at multiple sampling rates (i.e.,
multi-rate self-interference cancellation).

The signal multiplier 115 functions to allow for combi-
nation of signal components. The signal multiplier 115
preferably performs weighted signal combination (e.g., Out-
put Signal=Transform Path Signal+0.2*Multiplier Input
Signal), but may additionally or alternatively combine signal
components in any suitable manner. The signal multiplier
115 may be located at any point within a transform path 111
and may take any signals as input.

In a variation of a preferred embodiment, the signal
component generation system 110 does not include any
signal multipliers 115.

The anti-aliasing filter (AAF) 116 functions to reduce the
bandwidth of signal components to prepare the signal com-
ponents for processing by the multi-rate adaptive filter 120.
The AAF 116 is preferably a digitally implemented FIR
lowpass filter, but may additionally or alternatively be any
suitable type of filter (e.g., infinite impulse response (IIR)
filters, fourier-transform based filters). The AAF 116 pret-
erably reduces the bandwidth of signal components to match
the bandwidth of the digital baseband signal received from
the RF transmitter, but may additionally or alternatively
function to cap the bandwidth of signal components at any
value below the maximum bandwidth of all signal compo-
nents produced by component generators 113. The AAF 116
preferably functions to remove non-linear interference sig-
nal components not found in the received baseband signal
(e.g., if the RF receiver has a corresponding lowpass filter
for the baseband analog or digital signals or potentially a
corresponding bandpass filter for the RF signal).

In a variation of a preferred embodiment, the signal
component generation system includes one or more fre-
quency shifters 117. The frequency shifters 117 function to
shift the frequency of signal components. Frequency shifting
is preferably performed by multiplying the input signal with
€7 where n is the digital sample and w is a frequency of
the band in which self-interference cancellation is to be
performed. By shifting the operating frequency of the signal
components, interference signals that are present in other
frequency bands (e.g., adjacent and/or close to the transmit
frequency band) can be estimated and removed from the
signal. Similarly to signal multipliers 115, frequency shifters
117 may be located at any point within a transform path 111.

The signal component generation system 110 preferably
transmits signal components without combining them to the
multi-rate adaptive filter 120 (aside from combination result-
ing from signal multipliers iso); additionally or alternatively,
signal components may be added, averaged, and/or com-
bined in any suitable manner (e.g. scaling components
before adding them and/or combining components multipli-
catively).

The multi-rate adaptive filter 120 functions to generate a
self-interference cancellation signal from the signal compo-
nents produced by the signal component generation system
110. In some implementations, the multi-rate adaptive filter
120 may additionally function to perform sampling rate
conversions (a la the upsampler 112 and/or downsampler
114).
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The multi-rate adaptive filter 120 preferably generates a
self-interference cancellation signal by combining a
weighted sum of signal components according to math-
ematical models adapted to model self-interference contri-
butions of the RF transmitter, RF receiver, and/or other
sources. Examples of mathematical models that may be used
by the multi-rate adaptive filter 120 include generalized
memory polynomial (GMP) models, Volterra models, and
Wiener-Hammerstein models; the multi-rate adaptive filter
120 may additionally or alternatively use any combination
or set of models.

The multi-rate adaptive filter 120 may additionally or
alternatively use generated mathematical models for mod-
eling self-interference contributions based on comparisons
of sampled digital transmit signals to received signals (from
the receive path or any other suitable source). These models
may be generated from previously known models or may be
created using neural network and/or machine learning tech-
niques.

The multi-rate adaptive filter 120 preferably performs
self-interference cancellation signal generation according to
a transform configuration set dynamically by the transform
adaptor 130 (discussed in more detail in sections covering
the transform adaptor 130). Additionally or alternatively, the
multi-rate adaptive filter may combine signal components in
any manner in order to generate a self-interference cancel-
lation signal.

The system 100 preferably includes a single multi-rate
adaptive filter 120, but may additionally or alternatively
include multiple multi-rate adaptive filters 120. For
example, the system 100 may include one multi-rate adap-
tive filter 120 for linear self-interference cancellation and
one for non-linear self-interference cancellation, as shown in
FIG. 7. Signal components may be transmitted to multiple
multi-rate adaptive filters 120 in any manner (including
some or all signal components going to multiple multi-rate
adaptive filters 120).

If the system 100 includes multiple multi-rate adaptive
filters 120, the output of these filters may be combined in any
manner to generate a self-interference cancellation signal.

The transform adaptor 130 functions to set the transform
configuration of the multi-rate adaptive filter 120. The
transform adaptor 130 may additionally or alternatively set
configuration of the signal component generation system
110.

The transform configuration preferably includes the type
of model or models used by the multi-rate adaptive filter 120
as well as configuration details pertaining to the models
(each individual model is a model type paired with a
particular set of configuration details). For example, one
transform configuration might set the multi-rate adaptive
filter 120 to use a GMP model with a particular set of
coeflicients. If the model type is static, the transform con-
figuration may simply include model configuration details;
for example, if the model is always a GMP model, the
transform configuration may include only coefficients for the
model, and not data designating the model type.

The transform configuration may additionally or alterna-
tively include other configuration details related to the signal
component generation system 110 and/or the multi-rate
adaptive filter 120. For example, if the signal component
generation system 110 includes multiple transform paths
111, the transform adaptor 130 may set the number of these
transform paths 111, which model order their respective
component generators 113 correspond to, the type of filter-
ing used by AAFs 116, and/or any other suitable details. In
general, the transform configuration may include any details
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relating to the computation or structure of the signal com-
ponent generation system 110 and/or the multi-rate adaptive
filter 120.

Transform configurations are preferably selected and/or
generated by the transform adaptor 130. The transform
adaptor 130 may set an appropriate transform configuration
by selecting from stored static configurations, from gener-
ating configurations dynamically, or by any other suitable
manner or combination of manners. For example, the trans-
form adaptor 130 may choose from three static transform
configurations based on their applicability to particular
signal and/or environmental conditions (the first is appro-
priate for low transmitter power, the second for medium
transmitter power, and the third for high transmitter power).
As another example, the transform adaptor 130 may
dynamically generate configurations based on signal and/or
environmental conditions; the coefficients of a GMP model
are set by a formula that takes transmitter power, tempera-
ture, and receiver power as input.

The transform adaptor 130 preferably sets transform
configurations based on a variety of input data (whether
transform configurations are selected from a set of static
configurations or generated according to a formula or
model). Input data used by the transform adaptor 130 may
include static environmental and system data (e.g. receiver
operating characteristics, transmitter operating characteris-
tics, receiver elevation above sea-level), dynamic environ-
mental and system data (e.g. current ambient temperature,
current receiver temperature, average transmitter power,
ambient humidity), and/or system configuration data (e.g.
receiver/transmitter settings), signal data (e.g., digital trans-
mit signal, RF transmit signal, RF receive signal, digital
receive signal). The transform adaptor 130 may additionally
or alternatively generate and/or use models based on this
input data to set transform configurations; for example, a
transmitter manufacturer may give a model to predict inter-
nal temperature of the transmitter based on transmitter
power, and the transform adaptor 130 may use the output of
this model (given transmitter power) as input data for setting
transform configurations.

The transform adaptor 130 may set transform configura-
tions at any time, but preferably sets transform configura-
tions in response to either a time threshold or other input
data threshold being crossed. For example, the transform
adaptor 130 may re-set transform configurations every ten
seconds according to changed input data values. As another
example, the transform adaptor 130 may re-set transform
configurations whenever transmitter power thresholds are
crossed (e.g. whenever transmitter power increases by ten
percent since the last transform configuration setting, or
whenever transmitter power increases over some static
value).

If the system 100 is connected to a full-duplex wireless
communications system also having an analog canceller, the
transform adaptor 130 may cooperate with the analog can-
celler (for instance, setting transform configurations based
on data from the analog canceller, or coordinating transform
configuration setting times with the analog canceller) to
reduce overall self-interference (or for any other suitable
reason).

The transform adapter 130 preferably adapts transform
configurations and/or transform-configuration-generating
algorithms (i.e., algorithms that dynamically generate trans-
form configurations) to reduce self-interference for a given
transmit signal and set of system/environmental conditions.
The transform adapter 130 may adapt transform configura-
tions and/or transform-configuration-generating algorithms
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using analytical methods, online gradient-descent methods
(e.g., LMS, RLMS), and/or any other suitable methods.
Adapting transform configurations preferably includes
changing transform configurations based on learning. In the
case of a neural-network model, this might include altering
the structure and/or weights of a neural network based on
test inputs. In the case of a GMP polynomial model, this
might include optimizing GMP polynomial coefficients
according to a gradient-descent method.

The transform adaptor 130 may adapt transform configu-
rations based on test input scenarios (e.g. scenarios when the
signal received by the RF receiver is known), scenarios
where there is no input (e.g. the only signal received at the
RF receiver is the signal transmitted by the RF transmitter),
or scenarios where the received signal is unknown. In cases
where the received signal is an unknown signal, the trans-
form adaptor 130 may adapt transform configurations based
on historical received data (e.g. what the signal looked like
ten seconds ago) or any other suitable information. The
transform adaptor 130 may additionally or alternatively
adapt transform configurations based on the content of the
transmitted signal; for instance, if the transmitted signal is
modulated in a particular way, the transform adaptor 130
may look for that same modulation in the self-interference
signal; more specifically, the transform adaptor 130 may
adapt transform configurations such that when the self-
interference signal is combined with the digital receive
signal the remaining modulation (as an indicator of self-
interference) is reduced (compared to a previous transform
configuration).

The blocker filter 140 functions to remove unwanted
higher order terms in the self-interference cancellation sig-
nal generated by the multi-rate adaptive filter 120. The
blocker filter 140 may be especially useful in reducing
unwanted signals not eliminated by the AAFs 116. The
blocker filter 140 is preferably a digitally implemented FIR
lowpass filter, but may additionally or alternatively be any
suitable type of filter (e.g., infinite impulse response (IIR)
filters, fourier-transform based filters).

The blocker filter 140 output sample rate is preferably
matched to the output sample rate of the blocker filter
present in the RF transmitter (where a blocker filter is
standard). If the input sample rate of the blocker filter is not
equal to the desired RF transmitter blocker filter sample rate,
the blocker filter 140 may perform sample rate conversion in
a substantially similar manner to the upsampler 112 and/or
the downsampler 114.

The filter inverter 145 preferably functions to remove or
reduce the effects of the blocker filter 140. The filter inverter
145 is preferably used to remove or reduce the effects of the
blocker filter 140 on a residue signal sampled by the
transform adaptor 130 (wherein the residue signal refers to
the digital transmit signal after combination with the self-
interference cancellation signal). The filter inverter 145 thus
enables the transform adaptor 130 to perform optimization
based upon the amount of self-interference that would
remain without the contribution of the blocker filter (i.e.,
providing better data to tune upon). Use of the filter inverter
145 may result in substantially faster convergence of trans-
form configuration parameters.

In a wvariation of a preferred embodiment, the filter
inverter 145 may additionally or alternatively function to
remove or reduce the effects of filters or components (other
than the blocker filter) on the residue signal sampled by the
transform adaptor 130. In some instances, it may be desir-
able to remove or reduce effects induced by the receiver of
the communications system (or any other elements or com-
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ponents present in the signal path between the multi-rate
adaptive filter 120 and the transform adaptor 130). As a
specific example, when the digital self-interference cancel-
lation signal is injected into the RF receive signal (as shown
in FIGS. 4C and 4D), the filter inverter 145 may function to
remove or reduce the effects of RF receiver components
(e.g., distortions resulting from amplification and/or analog-
to-digital conversion).

The gain/phase compensator 150 functions to modify the
gain and phase of either the digital receive signal or the
digital self-interference cancellation signal such that the two
signals are aligned in gain and phase. The gain/phase
compensator 150 thus enables the system 100 to compensate
for gain and/or phase error induced by the receive chain (or
other sources).

Gain/phase correction values are preferably set by the
transform adaptor 130, but may additionally or alternatively
be set in any manner.

In a variation of a preferred embodiment, the system 100
includes a gain/phase compensator 150 intended to correct
for transmitter gain/phase error, as shown in FIG. 8.

2. Method for Multi-Rate Digital Self-Interference Cancel-
lation

As shown in FIG. 9, a method 200 for multi-rate digital
self-interference cancellation includes receiving a digital
transmit signal S210, generating a set of digital transmit
signal components S220, transforming the set of digital
transmit signal components into a self-interference cancel-
lation signal S230, and combining the self-interference
cancellation signal with a digital receive signal S240. The
method 200 may additionally include dynamically adapting
the transform configuration S250 and/or performing gain/
phase correction S260.

Analogously to the system 100, the method 200 functions
to reduce self-interference in full-duplex wireless commu-
nications systems by canceling components of self-interfer-
ence present in digital signals resulting from RF transmis-
sions. The method 200 reduces digital self-interference in
full-duplex wireless communications systems by sampling a
digital transmit signal (Step S210). The received digital
transmit signal is processed into a set of signal components
(Step S220) after which point the signal components may be
transformed into a digital self-interference signal according
to a transform configuration (Step S230). The self-interfer-
ence signals are then combined with a digital receive signal
of the full-duplex wireless communication system (Step
S240) in order to reduce self-interference signals present in
the signal received by the wireless communication system.
The method 200 may also include adapting the transform
configuration dynamically (Step S250) in order to increase
the effectiveness of self-interference reduction due to self-
interference transformation and/or performing gain/phase
correction to align gain and phase of the receive signal and
the digital self-interference cancellation signal (Step S260).

The method 200 is preferably implemented by the system
100, but may additionally or alternatively be implemented
by any suitable system for multi-rate digital self-interference
cancellation used with full-duplex wireless communications
systems. Additionally or alternatively, the method 200 may
be implemented using active sensing systems (e.g.,
RADAR), wired communications systems, wireless com-
munications systems, and/or any other suitable system,
including communications systems where transmit and
receive bands are close in frequency, but not overlapping.

Step S210 includes receiving a digital transmit signal.
Step S210 functions to provide a digital signal intended for
transmission by a full-duplex wireless communications sys-
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tem so that the signal may be used to remove self-interfer-
ence at the full-duplex wireless communications system
receiver. Digital transmit signals received in S210 preferably
include digital signals originating from an electronic device,
destined for an RF transmitter of a full-duplex radio (or other
full-duplex wireless communications system). Digital trans-
mit signals received in S210 may additionally or alterna-
tively include digital transmit signals converted from analog
transmit signals (e.g., the RF transmission signal of the RF
transmitter of a full-duplex radio) or from any other suitable
source. Digital transmit signals received in S210 are pref-
erably encoded for conversion to an analog signal by an RF
transmitter, (e.g., encoded via PSK, QAM, OFDM, etc.) but
may additionally or alternatively be encoded in any suitable
way.

Step S220 includes generating a set of signal components.
Step S220 functions to generate a set of signal components
from the digital transmit signal such that the signal compo-
nents may be used (in Step S230) to generate a digital
self-interference cancellation signal.

Step S220 preferably includes generating a set of signal
components according to a transform configuration. Step
S220 functions to transform digital transmit signals into
digital transmit signal components; that is, signal compo-
nents that may be weighted and combined to represent a
hypothesized contribution of non-linear self-interference to
a received digital signal. Non-linear self-interference con-
tributions may result from a variety of sources, including
components in both RF receivers and RF transmitters of
full-duplex radios (e.g., mixers, power amplifiers, ADCs,
DAC:s, etc.). Further, non-linear self-interference contribu-
tions may vary randomly, or with environmental or input
conditions (e.g. transmission power, ambient temperature,
etc.).

In one embodiment of the invention, Step S220 includes
transforming a digital transmit signal into a set of signal
components through use of a process substantially similar to
the one described in the system 100 description (and as
shown in FIG. 5 and FIG. 6). In this embodiment, Step S220
may include generating signal components according to
transform paths, where each transform path corresponds to
a component of a self-interference model. Step S220 pret-
erably includes generating signal components for each trans-
form path 111 parallel simultaneously, but may additionally
or alternatively generate them serially and/or transform them
at separate times. While S220 preferably includes transform-
ing identical digital transmit signals for each transform path,
the digital transmit signals may additionally or alternatively
be processed in any suitable way (for instance, S220 may
include splitting the digital transmit signal into components
and passing separate components to each transform path).

Step S230 functions to transform the set of signal com-
ponents into a self-interference cancellation signal accord-
ing to a transform configuration. Step S230 preferably
includes creating a self-interference cancellation signal by
combining a weighted sum of signal components according
to mathematical models adapted to model self-interference
contributions of the RF transmitter, RF receiver, and/or other
sources. Examples of mathematical models that may be used
include generalized memory polynomial (GMP) models,
Volterra models, and Wiener-Hammerstein models; Step
S230 may additionally or alternatively use any combination
or set of models.

Step S230 preferably performs self-interference cancel-
lation signal generation according to a transform configu-
ration set dynamically in Step S240. Additionally or alter-
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natively, Step S230 may perform self-interference
cancellation signal generation in any manner.

Step S240 includes combining the non-linear self-inter-
ference signal with a digital receive signal. Step S240
functions to combine self interference cancellation signals
with digital signals received by the RF receiver. Step S240
preferably includes combining self-interference cancellation
signals with digital receive signals from an RF receiver of a
full-duplex wireless communications system. Step S240
may additionally or alternatively include combining self-
interference cancellation signals with any suitable receive
signal.

Step S240 may include performing post-processing to
prepare self-interference cancellation signals for combina-
tion with digital receive signals; this may include scaling,
shifting, filtering, and/or otherwise modifying the self-inter-
ference signals. For example, S240 may include processing
self-interference cancellcation signals with a blocker filter
designed to filter out high-frequency components (e.g., to
match a corresponding bandwidth of the RF transmitter).
Step S240 may include matching the sampling rate of
self-interference cancellation signals with the sampling rate
of the output of the RF receiver through upsampling and/or
downsampling as previously described, but may additionally
or alternatively not alter the sampling rate of self-interfer-
ence cancellation signals or set the sampling rate of self-
interference cancellation signals to a sampling rate other
than that of RF receiver output.

Step S240 may include combining linear and non-linear
self-interference signals in any suitable way (e.g., if multiple
multi-rate filters are used), including combining non-linear
or linear self-interference cancellation signal components.
For example, S240 may include combining linear and non-
linear self-interference signals as a weighted sum.

Step S250 includes dynamically adapting the transform
configuration. Step S250 functions to update and/or change
the transform configuration used in creating a self-interfer-
ence cancellation signal based on changes in signal or
environmental conditions. The transform configuration is
preferably as described in the system 100 description, but
may additionally or alternatively comprise any parameter or
set of parameters corresponding to Step S220 and/or Step
S230.

Dynamically adapting the transform configuration S250
may include setting an updated transform configuration by
selecting from stored static configurations, from generating
a new transform configuration, or by any other suitable
manner or combination of manners. For example, S250 may
include choosing from three static transform configurations
based on their applicability to particular signal and/or envi-
ronmental conditions (the first is appropriate for low trans-
mitter power, the second for medium transmitter power, and
the third for high transmitter power). As another example,
S250 may include generating an updated configuration
based on signal and/or environmental conditions; if a GMP
model is used in non-linear transformation, the coefficients
of'a GMP model may be computed by a formula that takes
transmitter power, temperature, and receiver power as input.

Step S250 may include setting transform configurations
based on a variety of input data (whether transform con-
figurations are selected from a set of static configurations or
generated according to a formula or model). Input data may
include static environmental and system data (e.g. receiver
operating characteristics, transmitter operating characteris-
tics, receiver elevation above sea-level), dynamic environ-
mental and system data (e.g. current ambient temperature,
current receiver temperature, average transmitter power,
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ambient humidity), and/or system configuration data (e.g.
receiver/transmitter settings), signal data (e.g., digital trans-
mit signal, RF transmit signal, RF receive signal, digital
receive signal).

Step S250 may be performed at any time, but is preferably
performed in response to either a time threshold or other
input data threshold being crossed. For example, S250 may
adapt transform configurations every ten seconds according
to changed input data values. As another example, transform
configurations may be re-set whenever transmitter power
thresholds are crossed (e.g. whenever transmitter power
increases by ten percent since the last transform configura-
tion setting, or whenever transmitter power increases over
some static value).

Step S250 may additionally or alternatively include coop-
erating with analog cancellation methods of a full-duplex
radio if present; for instance, adapting transform configura-
tions based on analog cancellation data, or coordinating
transform configuration setting times based on analog can-
cellation configurations to reduce overall self-interference
(or for any other suitable reason).

Step S250 preferably adapts transform configurations to
reduce self-interference for a given transmit signal and set of
system/environmental conditions. Step S250 may adapt
transform configurations and/or transform-configuration-
generating algorithms using analytical methods, online gra-
dient-descent methods, least-mean-squares (LMS) methods,
recursive-least-squares (RLS) methods, regularized and
constrained solver methods (e.g. LASSO), and/or any other
suitable methods. LMS methods may include regularization,
one example LMS method includes leaky LMS; RLS meth-
ods may also include regularization. Adapting transform
configurations preferably includes changing transform con-
figurations based on learning. In the case of a neural-
network model, this might include altering the structure
and/or weights of a neural network based on test inputs. In
the case of a GMP polynomial model, this might include
optimizing GMP polynomial coefficients according to a
gradient-descent method.

In one implementation of a preferred embodiment, Step
S250 includes adapting transform configurations based on a
ratio of the receive and transmit channels

Rx N
—=H-H
Tx

by performing iterative measurements to determine the
RX/TX ratio.

The magnitude and phase of the RX/TX ratio are prefer-
ably determined by measuring the magnitude of the Rx
signal (i.e., the residual component of self-interference pres-
ent in the receive signal after self-interference cancellation)
at multiple transform configurations (represented by H),
where each cancellation circuit setting corresponds to a
different phase response.

To measure the Rx signal, the composite receive signal
(i.e., the receive signal after self-interference cancellation) is
preferably measured during a period where transmit signal
noise dominates the composite receive signal (i.e., transmit
signal noise is substantially greater in magnitude than any
other signal component of the composite receive signal).
Correspondingly, Step S250 may include detecting that
transmit signal noise is the dominant component of the
composite receive signal.
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The Tx signal is preferably assumed to be constant (for a
given transmit power). Since the self-interference cancella-
tion channel is known for each transform configuration the
change in magnitude of the Rx signal (and thus Rx/Tx, for
constant Tx) can be correlated to the change in response of
the self-interference cancellation channel; from this corre-
lation, Rx/Tx and the self-interference channel H can be
determined, and the self-interference cancellation channel
can be optimized to reduce self-interference. For example,
the receive signal may be measured at two times (during a
period where transmit signal noise is dominant).

Receive signal 1=Rx,, Receive signal 2=~Rx,
Rx=Tx(H-H,)

R, =Tx(H-H)

from these equations, H can be determined, and A can be
tuned to reduce self-interference.

In some implementations, the Rx/Tx ratio may be mea-
sured as follows:

Tx* X Rx
Tx* xTx

Additionally or alternatively, Step S250 may include mea-
suring the Rx/Tx ratio in any other manner.

Step S250 may further include adapting transform con-
figurations based on an average of Rx/Tx ratios—averaging
representing a tradeoff’ between speed and accuracy. In
general, more samples in an average increases the signal to
noise ratio (SNR) of the measured signal, but results in
slower adaptation. In one variation of a preferred embodi-
ment, Step S250 includes increasing averaging sample
amount as the Rx/Tx ratio decreases (e.g., below certain
threshold values).

In a variation of a preferred embodiment, Step S250
includes transforming receive signal samples and transmit
signal samples (Rx and Tx) from the time domain to the
frequency domain using a Fast Fourier Transform (FFT),
computing a solution for transform configuration settings in
the frequency domain, and then converting the solution to a
time-domain solution using an inverse Fast Fourier Trans-
form.

Step S250 may additionally or alternatively include adapt-
ing transform configurations based on test input scenarios
(e.g. scenarios when the signal received by the RF receiver
is known), scenarios where there is no input (e.g. the only
signal received at the RF receiver is the signal transmitted by
the RF transmitter), or scenarios where the received signal
is unknown. In cases where the received signal is an
unknown signal, transform configurations may be adapted
based on historical received data (e.g. what the signal looked
like ten seconds ago) or any other suitable information.
Transform configurations may additionally or alternatively
be updated based on the content of the transmitted signal.

Step S260 includes performing gain/phase correction.
Step S260 functions to modify the gain and phase of either
(or both of) the digital receive signal or the digital self-
interference cancellation signal such that the two signals are
aligned in gain and phase. Step S260 thus enables the
method 200 to compensate for gain and/or phase error
induced by the receive chain (or other sources).

The methods of the preferred embodiment and variations
thereof can be embodied and/or implemented at least in part
as a machine configured to receive a computer-readable
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medium storing computer-readable instructions. The
instructions are preferably executed by computer-executable
components preferably integrated with a system for digital
self-interference cancellation. The computer-readable
medium can be stored on any suitable computer-readable
media such as RAMs, ROMs, flash memory, EEPROMs,
optical devices (CD or DVD), hard drives, floppy drives, or
any suitable device. The computer-executable component is
preferably a general or application specific processor, but
any suitable dedicated hardware or hardware/firmware com-
bination device can alternatively or additionally execute the
instructions.

As a person skilled in the art will recognize from the
previous detailed description and from the figures and
claims, modifications and changes can be made to the
preferred embodiments of the invention without departing
from the scope of this invention defined in the following
claims.

We claim:

1. A system for multi-rate digital self-interference cancel-
lation comprising:

a signal component generation system coupled to a digital
transmit signal of a communication system that gener-
ates a set of signal components from the digital transmit
signal, wherein the signal component generation sys-
tem comprises a first transform path and a second
transform path; the first transform path having a com-
ponent generator of order one, and the second trans-
form path having a component generator of order three;
wherein the set of signal components comprises a first
signal component of order one and a second signal
component of order three;

a multi-rate adaptive filter that transforms the set of signal
components into a digital self-interference cancellation
signal according to a transform configuration, wherein
the digital self-interference cancellation signal is com-
bined with a receive signal of the communication
system to form an interference-reduced receive signal;
and

a transform adaptor that dynamically sets the transform
configuration in response to changes in the interfer-
ence-reduced receive signal.

2. The system of claim 1, wherein the signal component
generation system comprises a set of transform paths;
wherein each transform path comprises a component gen-
erator.

3. The system of claim 2, wherein a first majority of the
set of transform paths further comprise an upsampler and a
downsampler; wherein a second majority of the set of
transform paths further comprise an anti-aliasing filter.

4. The system of claim 3, wherein each transform path
further comprises a frequency shifter.

5. The system of claim 1, wherein the first transform path
comprises a downsampler that downsamples by a first
factor; wherein the second transform path comprises a
downsampler that downsamples by a second factor.

6. The system of claim 5, wherein the first factor and the
second factor are equal.

7. The system of claim 5, wherein the second transform
path further comprises an upsampler that upsamples by a
third factor.

8. The system of claim 1, wherein the multi-rate adaptive
filter comprises a first filter and a second filter; wherein the
self-interference cancellation signal is generated from a
combination of outputs of the first filter and the second filter;
wherein the first filter transforms only first order signal
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components; wherein the second filter transforms only non-
first order signal components.

9. The system of claim 2, further comprising a blocker
filter that removes undesired components of the self-inter-
ference cancellation signal.

10. The system of claim 9, further comprising a filter
inverter coupled to the transform adaptor that reduces the
effect of the blocker filter on the interference-reduced
receive signal as sampled by the transform adaptor.

11. The system of claim 9, further comprising a filter
inverter coupled to the transform adaptor that reduces the
effect of receiver components on the interference-reduced
receive signal as sampled by the transform adaptor.

12. The system of claim 2, further comprising a gain/
phase compensator that modifies gain and phase of the
digital self-interference cancellation signal to reduce gain/
phase error relative to the receive signal.

13. The system of claim 2, further comprising a gain/
phase compensator that modifies gain and phase of the
receive signal to reduce gain/phase error relative to the
digital self-interference cancellation signal.

14. The system of claim 2, wherein size of the set of signal
components is determined by the transform configuration.

15. The system of claim 2, wherein the transform adaptor
dynamically sets the transform configuration in response to
changes in a ratio of a frequency-domain-transformed inter-
ference-reduced receive signal to a frequency-domain-trans-
formed digital transmit signal.

16. A method for multi-rate digital self-interference can-
cellation comprising:

receiving a digital transmit signal of a communication

system,

generating a set of signal components, the set of signal

components comprising a first signal component of
order one and a second signal component of order
three, from the digital transmit signal;

transforming the set of signal components into a digital

self-interference cancellation signal according to a
transform configuration;
combining the digital self-interference cancellation signal
with a receive signal of the communication system to
form an interference-reduced receive signal; and

dynamically adapting the transform configuration in
response to changes in the interference-reduced receive
signal.
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17. The method of claim 16, wherein generating the first
signal component comprises generating the first signal com-
ponent by upsampling the digital transmit signal; perform-
ing signal component generation, according to a self-inter-
ference model, on the upsampled digital transmit signal;
downsampling the generated signal component; and per-
forming anti-aliasing filtering on the downsampled signal
component.

18. The method of claim 17, wherein generating the
second signal component comprises generating the second
signal component by downsampling the digital transmit
signal; and performing anti-aliasing filtering on the down-
sampled signal.

19. The method of claim 16, wherein dynamically adapt-
ing the transform configuration comprises dynamically
adapting the transform configuration in response to changes
in a ratio of receive and transmit signals.

20. The method of claim 16, wherein dynamically adapt-
ing the transform configuration comprises dynamically
adapting the transform configuration in response to changes
in a frequency-domain-converted ratio of receive and trans-
mit signals.

21. The method of claim 16, wherein dynamically adapt-
ing the transform configuration comprises dynamically
adapting the transform configuration in response to changes
in a time-averaged ratio of receive and transmit signals;
wherein the time-averaged ratio is averaged over a first
number of samples.

22. The method of claim 21, wherein dynamically adapt-
ing the transform configuration further comprises dynami-
cally changing the first number of samples.

23. The method of claim 22, wherein dynamically chang-
ing the first number of samples comprises increasing the first
number of samples in response to a decrease in the time-
averaged ratio of receive and transmit signals.

24. The method of claim 16, wherein dynamically adapt-
ing the transform configuration comprises dynamically
adapting the transform configuration in response to changes
in a ratio of a first product and a second product; wherein the
first product is a product of a receive signal and a conjugate
of a transmit signal; wherein the second product is a product
of the transmit signal and the conjugate of the transmit
signal.



